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METHODS OF INCREASING VOIP SYSTEM AVAILABILITY

Permanent striving to have high-quality voice traffic over packet networks, particularly IP
networks provokes a high interest among developers to improve Voice over IP (VoIP) technology.
This technology assumes calls are being made over Internet Protocol data network instead of
traditional public switched telephone network (PSTN).

[TocTiitna moTpeba B HASBHOCTI SIKICHOTO TOJIOCOBOro Tpadiky uepe3 MaKeTHi
Mepexi, 3o0kpema IP-Mepexi, MiATpUMYE BHCOKHI 1HTEpeC pPO3POOHUKIB [0
yIOCKOHAJICHHS TeXHOJIOTIi rojioc yepe3 [utepuer-mpotokon VOIP (Voice over IP) [1,
2]. /laHa TeXHOJIOTisI HE BUKOPUCTOBYE TPAAUIIINHY KOMYTOBaHY Tele(OHHY MEPExKY
saranpHOro KopuctyBanHs PSTN (public switched telephone network); matomicTsb
BUKJIMKH 3/IIHCHIOIOTHCS Yepe3 MEPEKy nepenadi JaHuX [HTepHeT-pOTOKOITY.

Cporozni 6araro yBaru NpuIUIss€THCA HACTYITHUM JIOCIIHDKEHHM, MTOB A3aHUM 13
noJIbIIKUM po3BUTKOM VOIP-cuctem:

1. Bucoka goctynHicte: VoIP-cuctemu noBuHHI 3a0e3medyBaTv Oe3nepepBHUIA
JIOCTYT /10 3B'sI3KYy HaBITh y BUIMAAKaX BIAMOB a00 300iB [3]. 3a3Buyai, 11e JOCATAETHCS
3a JIOTIOMOTOI0 METOIB pPE3epBYBaHHsI, KJIAaCTEpHU3allli CEpBEpPIB Ta BUKOPUCTAHHS
KUJIBKOX MapHIpyTiB AJis Nepeaadi JaHuX.

2. Bumoru sikocti o6cimyroByBaHHsS (QOS): OIHI€I0 3 OCHOBHHX MpoOJIeM
noctynHocTi VolP-cucrem € 3abesneueHHs] CTaOLIBHOI SIKOCTI Iepeadl rojiocy, o
BKJIFOYA€ HU3bKY 3aTPUMKY, MIHIMAJIbHI BTpATH TMAaKETiB Ta BIJICYTHICTh NEPEPUBAHb
[2]. Lle mocsiraeThest yepe3 po3MoalT pecypciB, MIaHyBaHHS TpadiKy Ta afanTarliio 10
3MIH Y MEPEXI.

3. Haniitnicth 1 BigMOBOCTIHMKICTh: VoIP-cuctemu maroTh OyTH 3aXHUILEHI BiJ
pi3HOro poay 300iB, BKJIIOYAOUM BIJIMOBY cepBepiB, 3001 mepexi Ta Hanaau DDoS
(distributed denial-of-service). JocnimxeHnHs B 11 cdepi CpsMoBaHI Ha PO3POOKY
MEXaH13MIB IIBUIKOTO BIJHOBJIEHHS ITICIIS 3001B.

4. besneka: ockinbku VolP-cucremu ¢yHKIIOHYIOTH uepe3 I[HTepHET, BOHU
CTalOTh BPA3JIMBHMH JI0 aTaK, TaKUX SK ImigMida IP-aapec, mepexorieHHs BHKIIUKIB,
araku Ha cepBepu peectparlii (cepepu SIP (Session Initiation Protocol)) Ta DDoS-
araku. [lifBUINEHHS MOCTYMHOCTI YacTO BKJIIOYAE 3aXHUCT BiJl IIMX PHU3UKIB Uepe3
mdpyBaHHS TAHUX, aBTCHTH(IKAIIII0 KOPUCTYBAYiB Ta 1HIII METOU 3aXUCTY.

5. MacmraboBaHICTh: 31 3pOCTAaHHSAM KUTBKOCTI KOPUCTYBadiB Ta 00csry Tpadiky
VoIP-cuctemu MOBUMHHI 3ajuIIaTUCS CTaOUTbHUMH Ta 3a0e3leyyBaTH BUCOKY SIKICTb
3B'sI3Ky 0e3 nepepuBaHb. ToMy HOCIITKEHHS TAKOXK OXOILTIOIOTHh PO3POOKY apXiTEKTyp,
K1 MOXKYTh MacIITaOyBaTUCs BIJMOBIAHO 10 MOTPEO.



EdexTrBHICTh BUKOPUCTAHHS PECYPCiB: ONTHUMI3allisi BUKOPUCTAHHA MEPEKHUX 1
OOYHUCITIOBAILHUX PECYPCIB € BAXKIWBOIO CKJIQJ0BOI0 TIABUIICHHS JOCTYITHOCTI.
CydacHl AOCHIIKEHHS OXOIUTIOIOTH Pi3HI METOAM KOMIIPECii TOJIOCOBHX JaHUX,
yIpaBIiHHS TPOIMYCKHOIO 3/IaTHICTIO Ta MiHIMI3aIlli €HEProCIOKUBAHHS.

Cxema Bucokonoctynuoi VolIP cucremm.

Bucokonoctymaoto VolP-cucTeMoro Ha3WBa€eThCS CHCTEMa TOJIOCOBOTO 3B’S3KY,
sIKa BUKOPHUCTOBYeE [P-makeTn my1st mepemadi rojocy(Bifeo, TOIO) Ta CIIPOSKTOBaHA IS
3a0e3reueHHs 0e3nepepBHOTO (PYHKIIIOHYBAaHHS, HAaBITh Y BUIIAJIKy 30010 OKpEMHUX, SIK
IPOrpaMHUX TaK 1 amapaTHUX KOMITOHEHTIB, a00 MepekHUX mpobiem. OCHOBHA MeTa
TaKoi CUCTEMU — MIHIMI3yBaTH 4Yac MPOCTO, 3a0e3MEYUTH CTIMKICTh JO BIJIMOB,
OanmaHCyBaHHS HaBaHTKEHHS, a TAKOXK JTyOJIOBaHHS Ta pe3epBYBaHHS pecypciB [3].

Cxemy BHCOKoAOCTYMHOI VoIP-cuctemMu MO)KHA MPEICTaBUTHA HACTYITHUM YHMHOM,
SIK TIOKa3aHo Ha puc. 1.
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Puc. 1. Cxema Bucokonoctymoi VoIP cucremu.

Cucrema CKIIaJIa€ThCs 3 HACTYITHUX KOMITOHEHTIB:

- cepep curHamzauii — KAMI1, KAM?2, BianoBijae BHUKIIOYHO 3a OOpOOKY
CUTHaJi3aIlli, B JaHOMY BUIaaKy SIP;

- Memia nuio3 — RTPE1, RTPE2, BiamoBizae BUKIIOUHO 3a OIMpAIFOBAHHS
ronocoBoro RTP tpadiky;

- In-memory DB — REDIS, 6a3a nanux ans RTP tpanzakiiii;

- a0OHEHTCHKI TepMiHaJH 3 MATPUMKOIO TipoTokory SIP — Phone 1, Phone 2.

B sikocTi cepBepy curnamizarii ooupaemo nporpamuuii SIP cepsep Kamailio, a
memia nutro3oM BucTtynae RTP engine [3] - mporpamumii mpoaykt kepyBaHHsi RTP



TpadikoMm. baza manux REDIS BUKOpPHCTOBYETHCS Ui MaHIMYIALIA (HAKOMMYEHHS,
BunaneHHs) RTP tpanzakiii.

Mix cepBepamu curnamizamii KAM1 ta KAM2 npucyTHiii JOTiYHHNA KaHam
3B’s3Ky, Tak 3BaHud DMQ interface [3] g obminy imeHtudikaropamu SIP
tpau3akiii (SIP call id) [1], B To#t cammii gac cepBepa KepylOTh Mefia MIT03aMU
(RTPE1, RTPE2) 3a nportokonom NG. B Toii camuit wac menia-uuiosu RTPE1 Ta
RTPE2 ob6mintototbest RTP tpan3zakiismu 3a normomororo bJI Redis 3a mpoTtokonom
publish/subscribe. Yac mepemMukaHHs aKTHBHOTO By3jla CE€pBepa Ha Tapsuuil pe3eps
CTaHOBHUTH | c.

Y  Bumanky 100%  (dyHKIIOHATBHOCTI  CHUCTEMH  TOJIOCOBUM  BHUKIHK
OIpallbOBY€THCSI HACTYITHUM YMHOM: CHUTHai3aIiio onpainboBye KAMI1 Ta B TOM
camuii yac BiH kepye RTPEIl, skuii B cBOIO uepry BIAIOBIJA€ 3a BCTAHOBIICHHS
ronocoBoro RTP mortoky mixk abonentamu Phonel ta Phone2. B pasi 3akiHueHHS
BUKJIMKY OJHMM 3 a0OoHeHTiB, KAMI Hanae komanay Ha npunuHeHHs RTP moroky
RTPEI ta 3’eqHaHHA pO3pUBAETHCH.

Po3rnsHemMo BUIAIKH, KOJIW OyIeMO MaTdh BIAMOBY OAHOTO a0 JEKUIBKOX
€JICMEHTIB CUCTEMH:

1. 3’eqHanHs Oya0 yCHIITHO BCTAHOBJIEHO 3a aJrOPUTMOM, OMMCAHUM BHUIIE, ajie
3roJIoM MaeMo BiMOBY cepBepa curHamiizainii KAMI. [ogocoBuil MOTIK MPOJOBKYE
(GYHKIIIOHYBATH, aje TaKWWd BUKJIMK «HIKOJW» HE 3aBEpIIMBCS O y pas3l BiJICYyTHOCTI
KAM2, sxuii xontpomoe SIP tpanzakmii cepBepa KAMI mno noriuHomy KaHaiy
«DMQ interface». Takum umHOM KAM2 «migxoruiroe» yci aKTHBHI CHTHAJIBbHI
Tpan3akiii KAMI.

2. 3’eqHanHs OyJ0 YCHIITHO BCTAHOBJIEHO 3a aJTOPUTMOM, ONKMCAHUM BHIIIE, ajie
srogoM mMaemo BimMoBy RTPE1. B Takomy Bumnazaxy, 3aBAsSKu JOAATKOBOMY aJITOPUTMY
Ta HasBHOCTI 0a3u ganux REDIS, RTPE2 Oepe Ha cebe «mqoomnpairoBaHH»
ronocoBoro RTP nmotoky B Toil camuii yac sk SIP Server 1 mpomoBxye oOpoOasiTu
CUTHAJII3AIIIIO.

Bucnosok. HaBenenuii BuIlle METOJ| MiJBUIIICHHS JOCTYITHOCTI CUCTEMH TOJIATae
B TOMY, IO Npu BiAMOBi ogHoro 3 ABox cepBepiB (KAMx ta RTPEx) cuctema He
BTpaya€e >KOJHOTO BCTAHOBJIECHOTO BWKJIMKY Ta Ma€ 3MOTY OIpaIlbOBYBaTH HOBI.
Cucrema mae enuny touky Bxony (IP agpec st mpuiioMy/BinlipaBKu BUKJIHMKIB 3/Ha
30BHI), SIKa € HE3MIHHOIO B pa3l BIIMOBHU €JIEMEHTIB CUCTEMHU.
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